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u]Zu)e] Ameritech I NYNEX H3}3]xlof A= 1989d0] Voice Service NodesE Adx|3to] A1}
QTHtHcollect call), AH4R Q% (third-number billed call) W H¥FI=(calling
card) £ZHY 5 2408 Y HHY + A sdeml], U292 NITolA= ANSER
(Automatic Answer Network System for Electrical Request)gi A|A®& E913te] Azt
=3F g9 olalmal oiel 24 YAIISTRIE JHestAl SHAATH2). ¥ Aol A3t
Al M 12510} QAIY 4 gl ADIOTEXZR= AARE 7iuds) A Fel aAcH3).

2 x=Bot 24494l0] 73t AFAMEL Faieh) A A (KARS:Korea Telecom Automatic
Voice Recognition System) 7jidoll #3dlo] 7]&¥ich WA Lol KARS A28 7j2of cf
34 duEsin DAoL KARSAIAR ] o] thslA 7l&sty NVEodMe ZEL Reth
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KARS AJAElS] 7H&t I 1.0 viehtalth o] AlARe S4RY 9 w2 788
2%52] uolE} Ho]lAS AMEdl Qlth. S4RYS M FAPPIM FolHA Viterbi
decoderol] 28 AMRE=m, S4ulAIR]E KARSS} AMgAlete] SXTiEHE $1% HAAZA |2
=-gEo] AT KARSHl 2730l AW wx 243yl AEHL F4EFFol F&HrL
tjale]s KARSY RE HoJE #e|she Z2AMEA " 235FE Viterbi decoder®
AZsle] YAIALE AASAL, AAH ZHle] wiel ApHF, B4 L AME 273

o2 E8FLE A& YyRich
Vi ] 3
1t¢rb1 le
decoder

F-X 227} o
2 O =2 o | 54 = ‘ 2 O
8™ Az [T SRFE [N HHRE T ag

B
T8 1, KARS A& As
1. 83 £&

2L 10kHzE AEAS Y o] PEYH 29 10 nsec T Zejdeos FUHT of =
g Qo] 4= LPC(linear predictive coding) #Jof 2%t cepstral A4S 723 ¥ pel scale®
wEsic), Ax] AFR-2EQ EAL 12x}2] mel-scaled LPC cepstral coefficients, 12x1e] e}
LPC cepstral coefficient, ollliz] & wE} ofifx|olTt. KARS= VQ(vector quantization)-based
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HWM Q1A] AJAElo|EE VQ codebooke] He3dltt fel= 3FF2 VQ codebookd AFE3H uj
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2. kAL
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Y 7 ddEE g e] oF 2% 3. Uehisich

%l 2. State diagram

3. S4Bz} Hole} wojA
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Lee?] vz} §-AFSITtH4]. Context-dependent 4 2WL2 S4¢] co-articalation ¥3¥E 31
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1% 4. MM HEE RFUE

4. M FA3} Y

HWM & hidden stochastic process &} &¥4lE-& H¥3Jlo] F+ stochastic process g 7t
L double stochastic process o|TH7]. HwMe] milnlE}E F3}17] 2% 8 dag|FLeEE
Baum-welch Qt313]&& AMgsidon HWM mehulele] Hde& ¥AAIFI7] ¢J8] corrective
training(CT) ¢xe|&E AMEsIYrt. CT ¢ile]E&2 Baum-welch g o] s 3 M
stelnjElE 27]7keE stod Y Sdulolele] A ANEE &Y F UEF BY IRHEE
HAANA F= daelgelrh

Mo Q14] ¢ E]&E SR Viterbi beam FMYINEE AHE3HATE & =FolMe bean
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1. Beam 2

KARS beam Z-2 9|3t 27 & beam widthE AFE3}=0l] beam widthe] HElo] u}E Q14
£ ¥ 1of UeRteltt. Beam width7} Ztom 24 QAA|7EE wefx|u} QA &o] AslE|EE
Q1AIx] bz} Q1A1g3}e] trade-of f7} el E|ofRtct. X 10] 25} Beam width7} 104 -9 A Hz|
F o] tf3t A28 (topl)o] 95.5 »= LIEbEom 3vHa) ¥R Wl FHx] FEE ZHUW AN
(top2)o] 99,5%2 LIE}GIT}. o] Beam width 102 UAA|Z7r2} 1A1&2] trade-off§ 312]%t be
widthgte g AAstolct

o

g

¥ 1. Beam width ¥l a}2 JAlS

A A& (%)
Beam width 5 7 8 10 20 30
Top 1 88.0 | 93.3 | 94.1 { 955 | 94.9 | 95.5
Top 2 90.2 | 97.2 | 98.0 | 99.6 | 99.9 | 99.6

2. Corrective training

718 2R NG ke gsled OT ¢elEE $ustich T ¢nelEe Ao whEsl
42 22 2AAZON Onj AL E 20 UERIQTh. E 20 Azje] maw CT 134
7} 20)3L beam width 7} 1008 DAEo0] Q1& 79 96.7 %2} {IA&o] Vel

¥ 2. CTE &Y ujg IH&
( Beam width = 10 )

AN & (%)
wg e | 0| 1| 2

Top 1 95.5 | 96.5 | 96.7

Top 2 99.6 | 99.9 | 99.6

3. Context-dependent 4K

S23QA1 8-S FAIXF7] 13t E T} A EZ context-dependent FAR-E ARESIgict. 2
2+e] unit reduction ruleol] £J3] triphone ZAE 51, 75 E 1177}¢] context-dependent &4
2 o931 pentaphone BYE 131709 &4F Fgrh. o|2|¥ context-dependent &&= RS

A}2513 Beam widthE 1008 313 CT ¢23&L $331ale 292 dA&2 & 3o Uiy
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olth, ¥ 32 XE 11770¢] context-dependent &4¢} CT HIEH 42 28 I A3]3 beam width

A
§ 1028 %S 3% 97.4 %2 AXE°] Etsith

£ 3. g0 Zdo] ME AN st

QA g
& A 44 51 75 117 131
CT BjAME- 95.5 | 96.3 | 96.5 | 96.9 | 96.3
CT BhE3l4=] | 96.5 | 96.3 | 96.7 | 97.4 | 96.9
CT ¥kE34=2 | 96.7 | 96.7 | 96.5 | 97.6 | 96.9
4. &4Zo]| Y
24 AAE&E Ho|7] 2% AL A= 4 state transition Zo]FHE o|&3}ct

nE

S

HA Fal 3HoA nf 4o state transition Zlole] ZtiZ}z} HAZLE A3ic) Q1A
gl o] Hrh 9 HAZE o83t i state transition Ze|7t o] Helel Sle B9
ol ATt F 304 1173} 1357]¢] context-dependent &4E ARSI um] B4 state
transition Zo] FEE T WL F-¢ UAlgo] ol Liehioict. H4o] FAME FE 13100
2] context-dependent -&4of state transition Zo] AEE FHSIL CT ¥HE3+7 2d 2S¢

98.6%¢) AA&E 2 + ik

vhEE

d A &

L4 B 117 131

CT ¥] ARE 97.4 97.4

CT wrESl2-) | 976 98. 4

CT w3142 | 97.8 98.6
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