=4 Az uAg AaAg
(Digital Processing of Speech Signals)

FPFATE

7)

A =

UAE ojzhe T2 8 A AEAA &3] E

= AA, ALA, AZA, A5 22, 4A

T 8Fde "AY A AFo] ol F Bel At
OAgolgte T-g Gojatdd A Rolrd ‘Erjg
o, ‘AF¥e’ Fo xoz 2974 gl 17yx
FRE kA tAgolete T ‘ol4F’, ‘BaE
A’ olghe Kol o, o|AL go] =F =F gl
o fujoln, A g Qo2 vz A 2
F2R g FEE 5 Jde AL T8 tA g9
iz wth) onlE e o] ohdE et

obg2ad ‘WKHA, ‘W&H oge iy}
Ren, @A Aty oz E3) AL HE ofgRIAEE
F29 ‘A& A’ olge Fo g AHE 34Ut o
FEolt £4 A3ZE A FRIAF FEO A
7}4 HEstn BE A2, A7) A14EA E 0%
A AR F2F FAFT2E2AN AMEEH o g
e fAg JazAg vles HHY ¢4 24
Az gAEs ¢ Jo) & o SEEoko] g
A7 23] APHo ot A% Y 4 A
59 BEAY SHo oM A& F AR9
SOl 4L TP FEAPS viAEA R
A A B9 ojyz} AH ANA Alel AR
22 93 MMI(Man-Machine Interface) ol 4 €4
2 olF LAFA FAT AT EOERA ¢ 23
AFHo] gt

A S A3AE AF EorE A SAHEA,
AR, 2494, 3N, AR5 g
A AE-Eek2 ved k. o Paper M€ YA
Az A 718 AGETH A5 AU A 25 o
3t 71&gi

il

d

CIXIE Msxa| AlA-

Rty o fAg NsHy AN2He Fg 1
2e #4232 Hold HZd 9Ae Dsprl ¥
SZ2AME AMEHEA it vlojlazTz 2 A9
Z2e& A2d 74 e AEE 9. 2HY gy
£o] Fig. 13} 22 A2¥ FAHo2 dof 9o

A5 "y LPT1L AEoEo) A (And-Alia-
sing) YEigtL RE2£H o|WEI) e JdTL o}
223 A5fA £ FAgE FEG EFANF 2
a9 Az E AAN e 988 4. o)z e 9
fe tgd des 4EY oM derlE g
AD R T L2 I NI E A A2 wpie
Holm DSP Z2AH A& o] A AFE Wo} o
27hA] REYEFS FHIAA $-29 BFHo P&
AYE 3t A2k 4FR7 S Aol

D/AREEE £357]8 B4 £39 gAd o
$3e AEE A 2gE B3P o] XiW
Az E LPT29) §38td 28 ¢ & Fo4 4R
AAS dN37 A

SENSe| CXE 8

Fig. 2914 B.& ut$} Zo] continuous & ANZE

obg2 s st o)9 2L oldEa NBE

Anslog
Slgnal

LPT 1 Saspling Quantization Encodingi—3

Decoding }(—

Fig. 1. Digital signal processing system.
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AD converter £ ©]-§-3A g Fej 2 utES Ut
o] A3 E L N HFHoz HESed MEYS
w9 JEg 22 FA ol 4EY A
g 28 (b)d BEfev 2 4FE9 @& 1¥
(A9 ol dict.

453

Continuous signal ¢tell L85 e FET AT
BEFAA N & FR5E 48 29049
rate 2 A J3E AELTGH JEE A
B0 AR UZE MEEZ FH Y3 AT &
4 A=d °]A-& Sampling Theorem of 2} #u}, A
3 ¥%¥ maximum frequency &
noy 2 R 2 H4 T Fu) 0]4F9] Nyquist freque-
ny 2 HE9% o7} o

Fig. 5914 Fs=2w ¢l A4 (2N e ¥ 5=
2oy (b)g Zo] Fs<2W e H39 FE
& /do] LA gt

AMEY NEE sound 2 E7] YA E DAC
process & o] g3t ohg21 A2 WA Aok
sted dAe] A 15 2HEHA B o]

A

Nyquist freque-

\/\ -
{a) Continuous waveform
10~
=
—-{T‘-—j [ 7 8 9 1011 12
0 T N

]

~-10-

(b) Sample values ac time interval T

N Ampiicude N Amplitude
0 3.58 7 -132

1 6.32 8 ~6.08

2 7.93 9 =797

3 6.50 10 -5.52

4 3.73 11 -2.59

5 2.45 12 -241

6 1.78

(c) Amplitude of N'th sample to 2 decimal places

Fig. 2. Uniform sampling of a continuous waveform.

== sampling frequency & H4$ Fuj ] Ny-
quist frequency 2 3joF%t e},

MEY FH57 Nyquist Frequency B} &
B5ole Fig. 5.(b)AA Eeute Zo] FEIY
1 #Asted o2 g o)A (aliasing) o]
Fia=

o] FEH AIE oldRI 32 WYY &
21014 (aliasing) 8.4 98] N2 o] HAYF
. .

9 At el $49L& 7KHz 0] FREAR S
A9 ztu JA gom c'E 19] $4& 47198
YAg AN2"EL 16KHz sampling rate E °]-&
33 it} A3k circuite @A 3.2KHz & Y E S
7HAE2 Ao Fas] FH3F A Um
o A8 Al2" A A" Ve 2 YgES
A g 3 AF = o] 7] W&o $KHz sampling rate
< o] 3ot

d2jo] A (aliasing) ¥ FE LA g4
A& A/DHES sampling frequency 2 € &
3 X = Nyquist frequency ©]/42] A3 = ulg] A/D
W7 Aol gl TRVt Az AVE FH

o

Analog waveform f(t)
Sampled value f,,= f(nT)

\.y Time (sec)

Sampling period

Amplitude (V)

T T
.

|
“T
! 1
i ]

-3}

—4

Fig. 3. lllustration of the sampling process.

32 myec

=256 SAMPLES 1

Fig. 4. Representations of a speech signal.
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wanad sienals 2701} Sumphing Irequeney & 240

~ /1\ /v\

Sp SRR Ihll) V)

Sampling requency < 2W

: Distortion

J

N~ Frequency sy

Spv bk bty 4 )

T=17/ Vs Signal frequency

T Gmping /N
period 7 '

Sampling Sampling Time (seC)
potnt pownt

{c)

S —
f

Anphtade (V)

Fig. 5. Aliasing distortion by illegal sampling.(a)Properly
sampled.

FEE FA FS AXTA FA HAFH )
24x}2}H( Quantization)

FANYE BRI AEL £X2 FHIE Ao
AT JZAE YA 2oz AT wpeby
FE3 A ARE digte] dEHo e AZAE
Fole Aoz dxdoz Ho 9. ada &
Hol Ze 449 ¥Foz Ho g FLE A
FAstetn iy, e Fo) ofd HLE HFA
FA szt 21 g
%*1}5}9] 28L& o E £ HFoz v
ol 93te] 2¥9 Z}Ztlol ZAES ¥V EFE n
°l?—}6}fd FA g fGise 2 02 FA PG
HAAZ AZRAEY narrow-band & o] L& Ho:

AEZ sbit 5 256 # o) AP} AAUE Yam}

tAg 2Q HolXe} go] nEAL FV|sMME
ME 16bit(65,536 HW)7t o] LAD.

SAEFE Lol SEYE Bl Bt R HEY
golEg Bt Be HEZ IEAS sound 9 mu-

AR w3 AT

* 11
R f_—
b 110
. 101
[Py
.1 w00
L
. .
t.y LY 1.,0“ :O 2, 12 2y x
Xay
010
2-2
301
[ mas— hig}
200 | .
L

(a) Input-output characteristic of a 3-bit quantizer.

wh
ml AL
| “a
i
| 0:9
2 o,
b Ot
e
i
an) 060 |
2 2,
-Iaiet -2a~ -gun) o0 L_oa@m) 2um) re(n) v
e | o
i1 I 3¢
L2 .
S -
Vi ' B2
— -—_—
an: 1. %t
Dl

(b) Input-output characteristic of a 3-bit adaptive quan-
tizer.

Fig. 6. Uniform and adaptive quantization.

sice AE37] A LnE Ago) Yxrz gt
Fig. 6914 A FA 29} vl Y FAztE vepd
Fig. 6.(2) A€ 483 239 BA7} JHe g Ho
Rerz AN FAgEtn EEg. oA Uiy
18 6.(0)9 A%e 487 29¢ FA FAo
ofUth. ThAl T A ?J%i AZo) aA =9 34 A
ol AAA €t oA YYAUF FEo] g

FA 98e) A &4 £F0)
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ARA gtk o] A% A5 AZo] FPE IRVS
ddolu} §/N o] vty Hxut AAze YPae
EAE VB gen. 2F uESE Y &
Johe Eo2 AL Fokaa) Bale A 49 A9
2o Eojt,

Fig. 7.(a) © 4 FY £3}d o} g2 A5 (A7}
2 FoX g} A2 E FN)FY sy
ABHE AL Holmw gon, MEFEL &4 4E
Azt g8 $AAM o2 81 dAslr)e HEY
Aol Aol 7 ke BAH AL ol &5t
Aot FBEA AERS I7) SHME Huo B
oW Be4E 19 ¢ ohd2 I A5 TAEA
.
ohgza Az MEZ Atold IFE FAF o
gBa e Fg 7.0 AY IRE olz=
25 37 BB 22 A kolzgn Rey).
A3 AL FA AF 29 3FL FA sk
ohg 2 N3 e} FR3 A3 9| 27} ZA o] 3o
Ued 234159 AZo] FAHE AL ¢ 4 Ytk
olsizre] 9ANFY VEL A HW HESFES
se7he Rol 0. ¢ FE3} BHY EL o R
27h7 A& o] ASE FE3 AL FA st
Q2 opg2a Az vk A2 YA extE

------- Analog signal
Sample value
] — — — Representation levels
=
>
s 145
e B . O
€ R =
-3 I e
: ' Hﬁl
8 L 44 -
€
) 5 10 15 20
& .
Sampling instancs
(a) Quantized sampling with 8
representation levels (3 bits per sample).
‘é 05'-'[J T N . - I l I M T i, I L
-0
033 5 015 20

Sampling instants

(b) Quantization error
introduced by sampling in (a).

Fig. 7. Quantization error arising from finite spacing be-

iween representation levels.

A Aot g o302 E Jo|F|AE 2740 1.9
v olgold FHEeEz F2 ) JUHE AL
FAs R oty A4ET. FAE eae
HEoly Ao HATW o] A2 HEJE H He
Fo4 dYg7tA Tt glevmz AL Uuk
SR Aoz x G NEe AT IY Feo
5ol gide] velad.

d2 A&WwyHezA el M Z(parity check)
Aol led, 7t doletg A AL AY
HFe AEE F31 L& FH9 2 ¢E x
o] Z(noise)BHER 324 ARoE st A2
7He4gol Bt olgid o & A3 Qldfrle o
AT ity oz HLHL Qe PHe FEE Y
e £3.9 qEoz o8 A4 HEE v o9
F7MAA AAY HA F3&e) THHA Y+ 19
7t E5 B BEAZ HEESe Aod. ek
ojuf o2j7} A7A o] FF o] FYA7] HFo o
g7t AAde AL 2 ¢A o ol T2 WEE
dutd o2 ¥ A2 P2 (parity check method)
ojZtil &9 olw AE-E HE S HEE HYH WE
(parity bit)g}a g}

ghok 38R o] T oA 10001111 of o 27} A
A 10101111 B HY2 &AL o]d AL o}y
oA B& vieh o] FAo &5 deE A2 wESY
&4 dgE =2 =2 HAEFo] vedo

XS BRI AIA"

3}A+Q1 A (Speaker Recognition) o] = 3 Al 314} &1
(Speaker Verification) 3 22} 48 (Speaker Identifi-
cation)8] § Eot7l gl o] ERof= WE NI o
& 229 E (reference pattern) H o] EjH| o] AE 2t
A AGE AdAe AZ Z2AE, ojdg d& =
o whet og3 Zo] EE A AL g
Az2A 4 A3 1 24 A5 Aol gg
Identity 7} %0]’ FoAH, A|2HL 2 Identity
A FHE Ao )3 F= 9 (reference pattern)
HEE FA NI ASFEAE 2AEY 4 £
EdAxze 23 & WeA dd
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2212 102 m =g} siele] 8] E

2213 1021 2] ¥4 siglE]
1071 &= ; n ' " 18] %A

2 2 2 2 sjele] vl E
0 0 0 0 0 1 1
1 0 0 0 1 0 1
2 0 0 1 0 0 1
3 0 0 1 1 1 3
4 0 1 0 0 0 1
5 0 1 4] 1 1 3
6 4] 1 1 0 1 3
7 0 1 1 1 0o 3
8 1 0 0 0 0 1
9 1 0 0 1 1 3
10 1 0 1 0 1 3
11 1 0 1 1 0 3
12 1 1 0 0 1 3
13 1 1 0 1 0 3
14 1 1 1 0 0 3
15 1 1 1 1 1 5

' I
0 1 ‘i 1 1 0 0,1
©o 0 0 0 0 1 1'1
- - -1 =0- 11+ 6 -1 —1—1-1le-dele] ofel7t AB(HS)

o 1 1 0 1 1t 110

© 0 1 1 0 o o'1

o 1 6 1 1 0o o'o

1 1 1 1 0 o 0,1

11 4]; 11 o o0

A |

sjele] oeizt A& (")

T, sA AEe gEAszEA ol 24 A N7 o] lthes 738k Y A AHL close-set
37 AE dAd Ng F 744 dgde A R FAejgl ey,

ol #F a7t FTEAAE GSAFA o SAHE e F2e] MUY FR % T8 2EE
ol QlEANI ZEUALC NE F o= F70 i R i}z}zl FA S Hrkste AEe

AZ AEHA g8 A4 o g, xR AW WHolE il A i}ﬂ"‘]‘ﬂ-—‘ Hoje

W vt ¢4 ts4E nEE A$E HUsg + 9;11_ Rolofof Fhet,

open—set 3}A FAolg}t &1, YA T A7} HEA £ 5L AHEAU (Intra speaker) M= 1 W
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Intre ~speoker dntribunion

Inter- spegker is1ridus.on

Probabdiliry

Fig. 8. Oi2I21 2K 2yl AL

o]7} Zta AME-AZt(Inter speaker) & WE] A}o]oj
Mg 2 o)zl Atk &, Fig. 109} 2L EXE 2=
SRHE7L 2 A8 € £ o
F2 SAHE} ZFolor & 2L,
O ZEE aRxo 2 Yehds glojot 3t
@ &Ho] #19Yok st
@ Alztel dia] kB sof 33
8B AN AAFol HiEH o2 Yoo}

1..

®
o

37
® 287 o) uHolx gako] Holel a1
®FNE &8 ook g}
a8 Az FASE 3FA4UAA Al2dHo oy

54 g 49T A7t s A7 4714 Aok
olg 237 AMEe EAY B44S Jehne
=g AYsfor gt e AMgHe 584 &3
HEZ Fratio 7} YT} Frato © T&3 2o] A9
"o}
F = inter-speaker variance / intra-speaker variance
U S
B [m-ll=21 (b :J {m(" ”.2—:1 kzl (=) :!

where, W, = rlfi X« ; mean of each speaker

M= -anip. . mean of all speaker

X, : feature parameter

2, A4 845 FEAe Wol & H7) 22

Wole HEo2 YA 2 Feldn) o Fig. 109
AW BAZ SA BAE Yy a3 e
A HAe AL E 3 AT BAE 45
£0. IH 8 E Fratio 40 2H £& EXojg 2

R EHoZ A

& U5 gre] Fow Ao £
& # 9ok Frato © £

YR 548 sleue B

o

fu
s
3
>
%
i
o

Oscason crtwian (Tweshoks)
FR(False Resect:cn), FA(False Acceptance), N: 24t S:&l,
FARYZE, s @ sha)
Fig. 9. Ol2I8T 25ix ZHe 2.
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speech

accustic analysis
& teature extraction

identification L\ training

Fm======-- 1
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H speaker .
comparison of an ! mode! 1 1 speaker model
speaker models  tegp—ro—1I :q— training
(MHMM, HMVQM) model : : H {MHMM, HMVQM)
' )
1 . 1 A
1 — !
' )
. : speaker :
decision ! model N H
{max probability) H H
4

global
codebook

EPECTESSES

‘ l STt

Identified speaker
Fig. 10. SFRIA

Identity claim speech

-
acoustic analysis

global
& feature extraction cadebook
verification L\ training

|t em e

k

'
'

comparison ot reference speaker : speaker model

speaker mode!  |f————emus | Model 1 (A" S—— training

{MHMM, HMVQM) model (MHMM, HMVQM)

¥ 3

<
threshold | choose
decision Speaker —— anti-speaker
{thresholding) model N j | & threshold
1

J =,

accept / reject

Fig. 11. SIN=Ql AIAE FHE,
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I8l Al2"l9] o B false rejection I false
acceptance &}  7}X] ol 1 & v}E 4= QUr}. false rejec-
tion & & AMEAY W AR AFde Aoln
false acceptance £ N2 AM&-Hd e} gle 3HAE
SutE AMEALE 2914 e Aot o] F7HA] 4
= MZ trade-off Ao} Ut &, false acceptance
de &S £ol7] S8 FAH vl e EEAE R 5o
F T false rejection A &o] F718t ¥ 2 false

rejection o 2 -&& £0]7] A& FEAE UF Fold

false acceptance o217} Z7}8tA ") 2™ 99 F
o2} Alele] BAE Holxm o

IER A &Y TA4A o] HE BAE F 22 8o
HA% EYRE 7125 JEE A3 ddo] W
siet. ol ol A2F Y AHE £xo] wit 54
qHE Fole WY ZAY £ ). dE B
A Bgo] 2 THE A9 false rejection o 2
&0l & FoF AY2E false accepance N2 & g &
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— 110 —



